
DSP36
3 Input 6 Output Digital Speaker Processor
Features

Technical Specifications

DSP36 series professional loudspeaker audio processors
provide users with multiple channels for choosing: 3×6 Support
analog input and analog output. They can realize a variety of DSP
functions, including matrix mixing, DEQ, FIR phase adjustment,
noise gate, PEQ, delay, compressors, limiters, frequency
dividers. They can be quickly debugged and monitored through
the nice GUI software M console, which provides a broad
operating space for the construction and operation of audio
amplification systems. DSP36D represents the function of
configuring 3 channels of Dante network audio input and output.
Analog input and analog output channels in line level,Dante
network in option,96k64BIT sampling rate.Input with 15 bands
PEQ, output with 10 bands PEQ, high and low pass filter.DEQ
adjustment in each input channel.FIR phase correction, input
channels×1024 Taps filter, output channels×512 Taps filter.All
pass filter.Support matrix mixing of all channels.Nice GUI control
software Mconsole (PC windows).USB free driver connecting.
Support TCP/IP, USB wired control, Android App Tcon wireless
control.Support presets locking, set default parameters for
audio project. Provide with RS232 central control.
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